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Proc. ISCA Tutorial and Research Workshop on: Prosody in Speech Recognition and Understanding, Red Bank, 
pp.61-66 (2001-10). 

[97] Shi-wook Lee, Keikichi Hirose and Nobuaki Minematsu, "Incorporation of prosodic module for large vocabulary 
continuous speech recognition," Proc. ISCA Tutorial and Research Workshop on: Prosody in Speech Recognition and 
Understanding, Red Bank, pp.97-101 (2001-10). 

[98] Carlos Toshinori Ishi, Nobuaki Minematsu, and Keikichi Hirose, "Recognition of accent and intonation types of 
Japanese using F0 parameters related to human pitch perception," Proc. ISCA Tutorial and Research Workshop on: 
Prosody in Speech Recognition and Understanding, Red Bank, pp.71-76 (2001-10). 

[99] Nobuaki Minematsu, Keiichi Tsuda, And Keikichi Hirose, "Quantitative analysis of F0-induced variations of 
cepstrum coefficients," Proc. ISCA Tutorial and Research Workshop on: Prosody in Speech Recognition and 
Understanding, Red Bank, pp.113-117 (2001-10). 

[100] Keikichi Hirose, Nobuaki Minematsu, and Masaya Eto, "Data-driven synthesis of fundamental frequency contours 
for TTS systems based on a generation process model," Proc. 1st International Conference on Speech Prosody, 
Aix-en-Provence, pp.391-394 (2002-4). 

[101] Keikichi Hirose, Nobuaki Minematsu, and Makoto Terao, " N-gram language modeling of Japanese using prosodic 
boundaries," Proc. 1st International Conference on Speech Prosody, Aix-en-Provence, pp.395-398 (2002-4). 

[102] Carlos Toshinori Ishi,, Keikichi Hirose, and Nobuaki Minematsu, "Using perceptually-related F0- and power-based 
parameters to identify accent types of accentual phrases," Proc. 1st International Conference on Speech Prosody, 
Aix-en-Provence, pp.407-410 (2002-4). 

[103] Shinya Kiriyama, Keikichi Hirose, and Nobuaki Minematsu, "Control of Prosodic Focuses for Reply Speech 
Generation in a Spoken Dialogue System of Information Retrieval on Academic Documents," Proc. 1st International 
Conference on Speech Prosody, Aix-en-Provence, pp.431-434 (2002-4). 

[104] Nobuaki Minematsu, Mariko Sekiguchi, and Keikichi Hirose, "Performance improvement in estimating subjective 
agedness with prosodic features," Proc. 1st International Conference on Speech Prosody, Aix-en-Provence, pp.507-510 
(2002-4). 

[105] Nobuaki Minematsu, Mariko Sekiguchi, and Keikichi Hirose, "Automatic estimation of one's age with his/her 
speech based upon acoustic modeling techniques of speakers," Proc. IEEE International Conference on Acoustics, 
Speech, & Signal Processing, Orlando, Vol.I, pp.137-140 (2002-5). 
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[106] Shuichi Narusawa, Nobuaki Minematsu, Keikichi Hirose and Hiroya Fujiaski, "A method for automatic extraction 
of model parameters from fundamental frequency contours of speech," Proc. IEEE International Conference on 
Acoustics, Speech, & Signal Processing, Orlando, Vol.I, pp.509-512 (2002-5). 

[107] Keikichi Hirose, "Prosody in speech technology - National project and some of our related works -," Proc. 
Acoustical Society of Korea, Changwon, pp.15-18 (2002-7). (invited) 

[108] Shinya Kiriyama, Keikichi Hirose, and Nobuaki Minematsu, "Prosodic focus control in reply speech generation for 
a spoken dialogue system of information retrieval," Proc. IEEE Workshop on Speech Synthesis, Santa Monica, in 
CD-ROM (2002-9). 

[109] Nobuaki Minematsu, Ryuji Kita, and Keikichi Hirose, "Automatic estimation of accentual attribute values of 
words to realize accent sandhi in Japanese text-to-speech conversion," Proc. IEEE Workshop on Speech Synthesis, 
Santa Monica, in CD-ROM (2002-9). 

[110] Keikichi Hirose, Nobuaki Minematsu, and Makoto Terao, "Statistical language modeling with prosodic boundaries 
and its use for continuous speech recognition," Proc. International Conference on Spoken Language Processing, 
Denver, Spec7Bo.1, Vol.2, pp.937-940 (2002-9). 

[111] Keikichi Hirose, Masaya Eto, and Nobuaki Minematsu, "Improved corpus-based synthesis of fundamental 
frequency contours using generation process model," Proc. International Conference on Spoken Language Processing, 
Denver, ThC46o.4, Vol.3, pp.2085-2088 (2002-9). 

[112] Shuichi Narusawa, Nobuaki Minematsu, Keikichi Hirose, and Hiroya Fujisaki, "Automatic extraction of model 
parameters from fundamental frequency contours of English utterances," Proc. International Conference on Spoken 
Language Processing, Denver, ThB38o.2, Vol.3, pp.1725-1728 (2002-9). 

[113] Jin-Song Zhang, Keikichi Hirose, and Satoshi Nakamura "A multilevel framework to model the inherently 
confounding nature of sentential F0 contours for recognizing Chinese lexical tones," Proc. IEEE International 
Conference on Acoustics, Speech, & Signal Processing, Hong Kong, Vol.1, pp.532-535 (2003-5). 

[114] Keikichi Hirose, Toshiya Katsura, and Nobuaki Minematsu, "Corpus-based synthesis of F0 contours for emotional 
speech using the generation process model," Proc. International Congress of Phonetic Sciences, Barcelona, Vol.Ⅲ, 
pp.2945-2948 (2003-8). 

[115] Keikichi Hirose, Yusuke Furuyama, Shuichi Narusawa, Nobuaki Minematsu and Hiroya Fujisaki, "Use of 
linguistic information for automatic extraction of F0 contour generation process model parameters," Proc. European 
Conference on Speech Communication and Technology, Geneva, Vol.1, pp.141-144 (2003-9). 

[116] Keikichi Hirose, Takayuki Ono and Nobuaki Minematsu, "Corpus-based synthesis of fundamental frequency 
contours of Japanese using automatically-generated prosodic corpus and generation process model," Proc. European 
Conference on Speech Communication and Technology, Geneva, Vol.1, pp.333-336 (2003-9). 

[117] Nobuaki Minematsu, Bungo Matsuoka and Keikichi Hirose, "Prosodic analysis and modeling of the NAGAUTA 
singing to synthesize its prosodic patterns from the standard notation," Proc. European Conference on Speech 
Communication and Technology, Geneva, Vol.1, pp.385-388 (2003-9). 

[118] Keikichi Hirose, Junji Tago and Nobuaki Minematsu, "Speech generation from concept for realizing conversation 
with an agent in a virtual room," Proc. European Conference on Speech Communication and Technology, Geneva, 
Vol.3, pp.1693-1696 (2003-9). 

[119] Keikichi Hirose, Yusuke Furuyama, Shuichi Narusawa, Nobuaki Minematsu and Hiroya Fujisaki, "Use of 
linguistic information for automatic extraction of F0 contour generation process model parameters," Proc. Oriental 
COCOSDA, Singapore, pp.38-45 (2003-10). 

[120] Wentao Gu, Keikichi Hirose, and Hiroya Fujisaki, "A method for automatic extraction of F0 contour generation 
process model for Mandarin," Proc. IEEE Workshop on Automatic Speech Recognition and Understanding, IEEE 
Signal Processing Society, St. Thomas, pp.682-687 (2003-12). 

[121] Keikichi Hirose, "Speech prosody in spoken language processing," Proc. International Conference on Computer 
and Information Technology, Dhaka, Vol.1, pp.P20-P27 (2003-12). (invited, keynote speech) 

[122] Anthony O. Okobi and Keikichi Hirose, "Japanese repetition of normal and prosodically-modified English words," 
Proc. 2nd International Conference on Speech Prosody, Nara, pp.37-40 (2004-3). 

[123] Keikichi Hirose, Kentaro Sato, and Nobuaki Minematsu, "Emotional speech synthesis with corpus-based 
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generation of F0 contours using generation process model," Proc. International Conference on Speech Prosody, Nara, 
pp.417-420 (2004-3). 

[124] Wentao Gu, Keikichi Hirose and Hiroya Fujisaki, "A method of automatic tone command parameter extraction for 
the model of F0 contour generation for Mandarin," Proc. International Conference on Speech Prosody, Nara, 
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[125] Shuichi Narusawa, Nobuaki Minematsu, Keikichi Hirose, and Hiroya Fujisaki, "Evaluation of an improved method 
for automatic extraction of model parameters from fundamental frequency contours of speech," Proc. 2nd International 
Conference on Speech Prosody, Nara, pp.443-446 (2004-3). 

[126] Nobuaki Minematsu, Bungo Matsuoka, and Keikichi Hirose, "Prosodic modeling of Nagauta singing and its 
evaluation," Proc. 2nd International Conference on Speech Prosody, Nara, pp.487-490 (2004-3). 

[127] JinSon Zhang, S. Nakamura, and Keikichi Hirose, "Tonal contextual F0 variations and anchoring based 
discrimination," Proc. 2nd International Conference on Speech Prosody, Nara, pp.525-528 (2004-3). 

[128] Keikichi Hirose, "Accent type recognition of Japanese using perceived mora pitch values and its use for 
pronunciation training system," Proc. International Symposium on Tonal Aspect of Languages, Beijing, pp.77-80 
(2004-3). (invited) 

[129] JinSon Zhang, Keikichi Hirose, and Satoshi Nakamura, "Robust acoustic modeling of contextual tonal F0 
variations on the basis of tone nucleus framework," Proc. International Symposium on Tonal Aspect of Languages, 
Beijing, pp.239-242 (2004-3). 

[130] JinSon Zhang and Keikichi Hirose, "A study on robust segmentation and location of tone nuclei in Chinese 
continuous speech," Proc. IEEE International Conference on Acoustics, Speech, & Signal Processing, Montreal, Vol.I, 
pp.913-916 (2004-5). 

[131] Keikichi Hirose, Kentaro Sato, and Nobuaki Minematsu, "Corpus-based generation of F0 contours using generation 
process model for emotional speech synthesis," Proc. International Workshop, From Sound to Sense: 50+ Years of 
Discoveries in Speech Communication (CD-ROM), Boston, pp.C37-C42 (2004-6). 

[132] Keikichi Hirose, Kentaro Sato, and Nobuaki Minematsu, "Corpus-based synthesis of fundamental frequency 
contours with various speaking styles from text using F0 contour generation process model" Proc. 5th ISCA Speech 
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[133] Wentao Gu, Hiroya Fujisaki, and Keikichi Hirose "Analysis of fundamental frequency contours of Cantonese 
based on a command-response model," Proc. 5th ISCA Speech Synthesis Workshop (CD-ROM), Pittsburgh, 
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[134] Hiroya Fujisaki, Wentao Gu, and Keikichi Hirose, "The command-response model for the generation of F0 
contours of Cantonese utterances," Proc. International Conference on Speech Processing, Beijing, to be published 
(2004-8). 

[135] Keikichi Hirose, Kentaro Sato, and Nobuaki Minematsu, "Improvement in corpus-based generation of F0 contours 
using generation process model for emotional speech synthesis," Proc. International Conference on Spoken Language 
Processing, Jeju, to be published (2004-10). 

[136] Keikichi Hirose and Nobuaki Minematsu, "Use of prosodic features for speech recognition," Proc. International 
Conference on Spoken Language Processing, Jeju, to be published (2004-10). (invited) 

[137] Wentao Gu, Keikichi Hirose and Hiroya Fujisaki, "Analysis of F0 contours of Cantonese utterances based on the 
command-response model," Proc. International Conference on Spoken Language Processing, Jeju, to be published 
(2004-10). 

[138] JinSon Zhang, Satoshi Nakamura and Keikichi Hirose, "Efficient tone classification of speaker independent 
continuous Chinese speech using anchoring based discriminating features," Proc. International Conference on Spoken 
Language Processing, Jeju, to be published (2004-10). 

[139] Jinfu Ni, Hisashi Kawai and Keikichi Hirose, "Formulating contextual tonal variations in Mandarin," Proc. 
International Conference on Spoken Language Processing, Jeju, to be published (2004-10). 

[140] Michiko Watanabe, Yasuharu Den, Keikichi Hirose, and Nobuaki Minematsu, "Clause types and filled pauses in 
Japanese spontaneous monologues," Proc. International Conference on Spoken Language Processing, Jeju, to be 
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based on instantaneous frequency amplitude spectrum,” Proc. IEEE International Conference on Acoustics, Speech & 
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[145] Junichi Yamagishi, Masatsune Tamura, Takashi Masuko, Keiichi Tokuda, and Takao Kobayashi, “A context 
clustering technique for average voice model in HMM-based speech synthesis,” Proc. International Conference on 
Spoken Language Processing, Denver, Vol.1, pp.133-136 (2002-9). 
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Conference on Acoustics, Speech & Signal Processing, Hong Kong, Vol.I, pp.716-719, (2003-4). 

[147] Dhany Arifianto and Takao Kobayashi, “IFAS-based voiced/unvoiced classification of speech signal,” Proc. IEEE 
International Conference on Acoustics, Speech and Signal Processing, Hong Kong, Vol.I, pp.812-815 (2003-4). 

[148] Junichi Yamagishi, Koji Onishi, Takashi Masuko, and Takao Kobayashi, “Modeling of various speaking styles and 
emotions for HMM-based speech synthesis,” Proc. European Conference on Speech Communication and Technology, 
Geneva, Vol.III, pp.2461-2464 (2003-9).  

[149] Dhany Arifianto and Takao Kobayashi, “Performance evaluation of IFAS-based fundamental frequency estimator 
in noisy environments,” Proc. European Conference on Speech Communication and Technology, Geneva, Vol.IV, 
pp.2877-2880 (2003-9) 

[150] Junichi Yamagishi, Takashi Masuko, and Takao Kobayashi, “HMM-based expressive speech synthesis ---Towards 
TTS with arbitrary speaking styles and emotions,” Special Workshop in MAUI (SWIM), Lectures by Masters in 
Speech Processing, Conference CD-ROM, 1.13 (4 pages), Maui, Hawaii (2004-1). 

[151] Makoto Tachibana, Junichi Yamagishi, Takashi Masuko, and Takao Kobayashi, “HMM-based speech synthesis 
with various speaking styles using model interpolation” Proc. 2nd International Conference on Speech Prosody, Nara, 
pp.413-416 (2004-3). 

[152] Junichi Yamagishi, Makoto Tachibana, Takashi Masuko, and Takao Kobayashi, “Speaking style adaptation using 
context clustering decision tree for HMM-based speech synthesis,” Proc. IEEE International Conference on Acoustics, 
Speech & Signal Processing, Montreal, Vol.I, pp.5-8 (2004-5). 

[153] Ranniery da Silva Maia, Heiga Zen, Keiichi Tokuda, Tadashi Kitamura, Fernando Gil Vianna Resende Junior, 
"Towards the development of a Brazilian Portuguese text-to-speech system based on HMM,'' Proc. European 
Conference on Speech Communication and Technology, Geneva, pp.2465-2468 (2003-9). 

[154] Keiichi Tokuda, Heiga Zen, Tadashi Kitamura, "A trajectory model derived from HMMs imposing explicit 
relationship between static and dynamic features,'' Proc. European Conference on Speech Communication and 
Technology, Geneva, pp.3189-3192 (2003-9). 

[155] Keiichi Tokuda, Zen Heiga, Alan W. Black, "An HMM-based speech synthesis system applied to English,'' Proc. 
IEEE Speech Synthesis Workshop (in CD-ROM), Santa Monica (20002-9). 

[156] Shin-ichi Kawamoto, Hiroshi Shimodaira, Tsuneo Nitta, Takuya Nishimoto, Satoshi Nakamura, Katsunobu Itou, 
Shigeo Morishima, Tatsuo Yotsukura, Atsuhiko Kai, Akinobu Lee, Yoichi Yamashita, Takao Kobayashi, Keiichi 
Tokuda, Keikichi Hirose, Nobuaki Minematsu, Atsushi Yamada, Yasuharu Den, Takehito Utsuro, Shigeki Sagayama, 
"Open-source software for developing anthropomorphic spoken dialog agents,'' Proc. International Workshop on 
LIFELIKE ANIMATED AGENTS Tools, Affective Functions, and Applications, Tokyo, pp.64-69 (2002-8). 

[157] Kengo Shichiri, Atsushi Sawabe, Keiichi Tokuda, Takashi Masuko, Takao Kobayashi, Tadashi Kitamura, 
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"Eigenvoices for HMM-based speech synthesis,'' Proc. International Conference on Spoken Language Processing, 
Denver, pp.1269-1272, (2002-9). 

[158] Heiga Zen, Keiichi Tokuda, Tadashi Kitamura, "Decision tree distribution tying based on a dimensional split 
technique,'' Proc. International Conference on Spoken Language Processing, Denver, pp.1257-1260 (2002-9). 

[159] Shin-ichi Kawamoto, Hiroshi Shimodaira, Shigeki Sagayama, Tsuneo Nitta, Takuya Nishimoto, Satoshi Nakamura, 
Katunobu Itou, Shigeo Morishima, Tatsuo Yotsukura, Akihiko Kai, Akinobu Lee, Yoichi Yamashita, Takao 
Kobayashi, Keiichi Tokuda, Keikichi Hirose, Nobuaki Minematsu, Atsushi Yamada, Yasuharu Den, Takehito Utsuro, 
"Developments of anthropomorphic dialog agent: A plan and development and its significance,'' Proc. International 
Workshop on Information Presentation and Natural Multimodal Dialogue, Verona (2001-12). 

[160] Takayoshi Yoshimura, Keiichi Tokuda, Takashi Masuko, Takao Kobayashi, Tadashi Kitamura, "Mixed excitation 
for HMM-based speech synthesis,'' Proc. European Conference on Speech Communication and Technology, Aalborg, 
Vol.3, pp.2263-2266 (2001-9). 

[161] Shinji Sako, Keiichi Tokuda, Takashi Masuko, Takao Kobayashi, Tadashi Kitamura, "HMM-based 
text-to-audio-visual speech synthesis,'' Proc. International Conference on Spoken Language Processing, Beijing, 
Vol.III, pp.25-28 (2000-10). (invited session).  

[162] Helmut Prendinger and Mitsuru Ishizuka, “Affective and social behavior in animated agents,” CD-Rom Proc. 9th 
IFSA World Congress and 20th NAFIPS Int'l Conf., Session on Kansei Systems, Vancouver, pp. 2918-2923 (2001-7). 
(Invited) 

[163] Helmut Prendinger and Mitsuru Ishizuka, “Agents that talk back (sometimes): Filter programs for affective 
communication,” Proc. 2nd Workshop on Attitude, Personality and Emotions in User-Adapted Interaction, in 
conjunction with User Modeling, Sonthofen, 6 pages (2001-7). 

[164] Sylvain Descamps, Istvan Barakonyi, Mitsuru Ishizuka: Making the Web emotional: Authoring multimodal 
presentations using a synthetic 3D agent, Proc. Computer-Human Interaction, SIG of Australia, Perth, pp.25-30 
(2001-11). 

[165] H. Prendinger and M. Ishizuka: SCREAM: Scripting emotion-based agent minds. Proc. First Int’l Joint Conf. on 
Autonomous Agents and Multi-Agent Systems, Bologna, pp. 350-351 (2002-7). 

[166] H. Prendinger, S. Descamps, and M. Ishizuka: Scripting the bodies and minds of life-like characters. PRICAI 
2002: Trends in Artificial Intelligence (Proc. 7th Pacific Rim Int'l Conf. on AI, Tokyo) (M. Ishizuka, A. Sattar (Eds.)), 
Lecture Notes in AI 2417, pp.571-580, Springer (2002-8). 

[167] Naiwala P. Chandrasiri, Istvan Barakonyi, Takeshi Naemura, Mitsuru Ishizuka and Hiroshi Harashima: 
Communication over the internet using a 3D agent with real-time facial expression analysis, synthesis and text to 
speech capabilities, Proc.(CD-ROM) IEEE Int'l Conf. on Communication Systems (ICCS 2002), paper no.479 (5 
pages), Singapore (2002-11). 

[168] Hiroshi Dohi and Mitsuru Ishizuka: A virtual showcase with intuitive hand-free voice control, Proc. HCI 
International 2003, Crete, Vol.4 (Universal Access in HCI), pp.1367-1371 (2003-6). 

[169] Toyoaki Nishida: Supporting the conversational knowledge process in the networked community, in: N. 
Bianchi-Berthouze (Ed.): DNIS 2003, LNCS 2822, Springer-Verlag, pp. 138-157, 2003, Special Invited Talk, 
presented at 3rd Workshop on Databases in Networked Information Systems (DNIS '03), University of Aizu (2003-9). 

[170] Nigel Ward. "Pragmatic functions of prosodic features in non-lexical utterances," Proc. 2nd International 
Conference on Speech Prosody, Nara, pp.325-328 (2004-3). 

[171] Masafumi Okamoto and Nigel Ward.  "Nasalization in Japanese back-channels bears meaning," Proc. 
International Congress of the Phonetic Sciences, Barcelona, pp 635-638 (2003-8). 

[172] Nigel Ward and Satoshi Nakagawa. "Automatic user-adaptive speaking rate selection for information delivery," 
Proc. International Conference on Spoken Language Processing, Denver, pp.549-552 (2002-9). 

[173] Nigel Ward. "Conversational grunts and real-time interaction," Proc. International Conference on Speech 
Processing, Taejon, pp.53-58 (2001-8). 

[174] Nigel Ward. "The challenge of non-lexical speech sounds," Proc. International Conference on Spoken Language 
Processing, Beijing, Vol.II, pp.571-574 (2000-10). 

[175] Wataru Tsukahara and Nigel Ward. "Evaluating responsiveness in spoken dialog systems," Proc. International 
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Conference on Spoken Language Processing, Beijing, Vol.III, pp.1097-1100 (2000-10). 

[176] Yukiyoshi Hirose, Kazuhiko Ozeki, and Kazuyuki Takagi, "Effectiveness of prosodic features in syntactic analysis 
of read Japanese sentences," Proc. International Conference on Spoken Language Processing, Beijing, Vol.III, pp. 
215-218 (2000-10). 

[177] Yasuhisa Niimi, Masanori Kasamatsu, Takuya Nishimoto and Masahiro Araki, "Synthesis of emotional speech 
using prosodically balanced VCV segements," Proc. 4th ISCA Tutorial and Research Workshop on Speech Synthesis, 
Pitlochry (2001-8). 

[178] Kazuyuki Takagi and Kazuhiko Ozeki, "Pause information for dependency analysis of read Japanese sentences," 
Proc. European Conference on Speech Communication and Technology, Aalborg, Vol.2, pp.1041-1044 (2001-9). 

[179] Yoichi Yamashita and Tomoyoshi Ishida, "Stochastic F0 contour model based on the clustering of F0 shapes of a 
syntactic unit," Proc. European Conference on Speech Communication and Technology, Aalborg, Vol.1, pp.533-536 
(2001-9). 

[180] Kazuhiko Ozeki, Kazuyuki Takagi, and Hajime Kubota, "The use of prosody in Japanese dependency structure 
analysis," Proc. ISCA Tutorial and Research Workshop on Prosody in Speech Recognition and Understanding, Red 
Bank, pp.123-126 (2001-10). 

[181] Kazuyuki Takagi, Hajime Kubota, and Kazuhiko Ozeki, "Combination of pause and F0 information in dependency 
analysis of Japanese sentences," Proc. International Conference on Spoken Language Processing, Denver, 
pp.1173-1176 (2002-9). 

[182] Yoichi Yamashita and Akira Inoue, "Extraction of important sentences using F0 information for speech 
summarization," Proc. of the International Conference on Spoken Language Processing, Denver, 2, pp.1181-1184 
(2002.9). 

[183] Akira Inoue and Yoichi Yamashita, "Speech summarization of lecture speech using F0 parameters," Proc. the 
Eighth Western Pacific Acoustic Conference (WESPAC8), TB45 (2003-4). 

[184] Akira Inoue, Takayoshi Mikami, and Yoichi Yamashita, "Prediction of Sentence Importance for Speech 
Summarization Using Prosodic Parameters," Proc. European Conference on Speech Communication and Technology, 
Geneva, pp.1193-1196 (2003-9). 

[185] Lu Meirong, Kazuyuki Takagi, and Kazuhiko Ozeki, "The use of multiple pause information in dependency 
structure analysis of spoken Japanese sentences," Proc. European Conference on Speech Communication and 
Technology, Geneva, pp.3173-3176 (2003-9). 

[186] Kazuyuki Takagi, Mamiko Okimoto, Yoshio Ogawa, and Kazuhiko Ozeki, "A neural network approach to 
dependency analysis of Japanese sentences using prosodic information," Proc. European Conference on Speech 
Communication and Technology, Geneva, pp.3177-3180 (2003-9). 

[187] Meirong Lu, Kazuyuki Takagi, and Kazuhiko Ozeki, "Recovery of dependency structure using multiple pause 
information," Proc. 2nd International Conference: Speech Prosody, Nara, pp.513-516 (2004-3). 

[188] Kazuyuki Takagi, Kazuhiko Ozeki, "Dependency analysis of read Japanese sentences using pause information: A 
speaker independent case," Proc. 2nd International Conference on Speech Prosody, Nara, pp.595-598 (2004-3). 

[189] Akira Inoue, Takayoshi Mikami, and Yoichi Yamashita, "Improvement of speech summarization using prosodic 
information", Proc. 2nd International Conference on Speech Prosody, Nara, pp.599-602 (2004-3). 

[190] Masahiro Araki, Hiroyoshi Ohmiya, and Satoshi Kida, "Input prediction method of speech front end processor 
using prosodic information," Proc. 2nd International Conference on Speech Prosody, Nara, pp.501-504 (2004-3). 

[191] Kazuyuki Takagi, Kazuhiko Ozeki, "Dependency analysis of read Japanese sentences using pause and F0 
information: A speaker independent case," Proc. International Conference on Spoken Language Processing, Jeju, to be 
published (2004-10). 

[192] M. Miura, Y. Kumano and M. Yanagida, “Concordance of virtual-pitch perceivability with a Cepstral prominence 
factor,” Proc. International Congress on Acoustics, Roma, 5B.13.03, p.214 (2001-9). 

[193] K. Yasuda, K. Aono, T. Takezawa, S. Yamamoto and M. Yanagida, “A comparative study on the characteristics of 
spoken style linguistic information for accurate speech recognition,” Proc. WESPAC-8, Melbourne, 2003.4.4-7 
(2003-4). 

[194] Kunio Aono, Keiji Yasuda, T. Takezawa, S. Yamamoto and M. Yanagida, “Analysis and effect of speaking style 
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for dialogue speech recognition,” Proc. Automatic Speech Recognition and Understanding Workshop, St. Thomas 
(2003-11). 

[195] Kenji Kojima, Masuzo Yanagida and Ichiro Nakayama, “Acoustic features of vowels and temporal features of 
fundamental frequency in Japanese traditional singing,” Proc. ISMA2004, Nara, 2-S2-6, 2004.3.31-4.3 (2004-3). 

[196] Yoshida, Yuko Z., “Asymmetric distribution of accents and the related issue of vowel duration,” Proc. 2nd 
International Conference on Speech Prosody, Nara, pp.45-48 (2004-3). 

[197] S. Itahashi and H. Kuwabara, “Overview of recent activities in East Asia: Speech corpora and assessment,” Proc. 
the COCOSDA Workshop, pp.15-20 (2000-10). (invited) 

[198] H. Kuwabara, “A relation between voice quality and acoustic features,” Proc. MAVEBA2001, pp.46-47 (2001-9).  
[199] H. Kuwabara, S. Itahashi, M. Yamamoto, T. Takezawa, S. Nakamura, K. Takeda, “The present status of speech 

database in Japan: Development, management, and application to speech research,” Proc. LREC2002, Vol.1, pp.10-15 
(2002-5). 

[200] H. Kuwabara, “Perception of voice-individuality for distortions of resonance/source characteristics and 
waveforms,” Proc. European Conference on Speech Communication and Technology, Geneva, pp.2057-2060 
(2003-9). 

[201] H. Kuwabara, “Perceptual properties of syllables isolated from continuous speech for different speaking rates,” 
Proc. 2nd International Conference on Speech Prosody, Nara, pp.729-732 (2004-3). 

[202] S. Takeda, G. Ohyama, and A. Tochitani,“Japanese project research on "Diversity of Prosody and its Quantitative 
Description" and an example: analysis of "anger" expressions in Japanese speech,” Proc. International Conference on 
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