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Symposium on Prosody and Speech Processing

Organized by Scientific Research of Priority Areas

“Realization of advanced spoken language infor-

mation processing from prosodic features,” Ministry of Science, Culture, Sports, Education, Japanese

of Tokyo January 31 (Thursday), 2002

Government
Major Meeting Room, Sanjo-Kaikan, University
9:30 Registration desk opens.
9:50 Opening Keikichi Hirose (Project Head)

Session 1 Fundamentals (Chair: Zendo Uwano)

10:00 “Quantitative Analysis of Vocal Fold Vibra-
tion during Register Change by High Speed
Digital Imaging System — 2nd Report on the
Study of Prosody and the Interaction between

Articulators and Phonators —”

Masanobu Kumada (National Rehabilitation Center
for the Disabled), Noriko Kobayashi, Hajime Hi-
rose (Kitazato Univ.), Niro Tayama, Hiroshi Ima-
gawa (Univ. of Tokyo), Ken-Ichi Sakakibara (NTT
Communication Science Laboratories), Takaharu
Nito (Univ. of Tokyo), Mamiko Wada (Tokyo
Metropolitan Rehabilitation Hospital), Shin’ichi
Kakurai, Chieko Kumada (Univ. of Tokyo), Seiji
Niimi (Internationa Univ. for Health & Welfare)
“On the Perceptual Sensitivity of the Naturalness
for Speech with Temporal Distortions”
Y oshinori Sagisaka, Makiko Muto (Waseda Univ.),
Hiroaki Kato, Minoru Tsuzaki (ATR)

“Automatic Extraction of Model Parameters from
Fundamental Frequency Contours of Speech”
Hiroya Fujisaki (Univ. of Tokyo)

“Speech Timing and Phonological Structure”
Haruo Kubozono (K obe Univ.)

“Discriminating Ironies from Praising — Acoustic
Parameters vs. Prosodic Parameters—

Masuzo Y anagida (Doshisha Univ.)
“Voice Quality, Voice Individuality and Re-
lated Acoustic Features”

Hisao Kuwabara (Teikyou Univ. of Science &

Technology)

10:20

10:40

11:00

11:20

11:40

Lunch Break 12:00 13:20

13:20 “Design and Creation of Prosodic Corpus of

Guide-Task Sentences”
Shuichi Itahashi, Motoki Shimada, Mikio Yama-
moto (Univ. of Tsukuba)

“Collecting Really Spontaneous Speech”
Nick Campbell (ATR)

13:40

Session 2 Invited Talks (Chair: Keikichi Hirose)
14:00 “Learningthe Hidden Structure of Speech: from
Communicative Functions to Prosody”

Gerard Bailly, Bleike Holm (ICP, France)
Coffee Break 14:50 15:10
15:10 “Analysis and Synthesis of Intonation”

Jan P.H. van Santen (Oregon Health & Sci-
ence Univ., U.S.A))

Session 3 Applications (Chair: Yasushi Ishikawa)

16:00 “Adjusting the Speaking Rate to Suit the User
in Number-Giving”
Satoshi Nakagawa, Nigel Ward (Univ. of To-
kyo)

16:20 “Speech Synthesis with Arbitrary Speaker's
Voice from Average Voice”
Takao Kobayashi, Masatsune Tamura, Takashi
Masuko(Tokyo Institute of Technology)

16:40 “Recovery of Japanese Dependency Structure
Using Prosodic Information”
Kazuhiko Ozeki, Kazuyuki Takagi, Hajime
Kubota (Univ. of Electro-Communications)

17:00 “N-gram Language Modeling of Japanese Us-
ing Prosodic Boundaries”

Nobuaki Minematsu (Univ. of Tokyo)

17:20 “Anaysis of Prosodic Features on Key-phrases and
Correctionsin Spoken Dialogue”
Atsuhiko Kai (Shizuoka Univ.), Seiichi Nakagawa
(Toyohashi Univ. of Technology)

17:40 Discussion

18:30 Closing
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Symposium on Prosody and Speech Processing

Organized by Scientific Research of Priority Areas

“Realization of advanced spoken language infor-

mation processing from prosodic features,” Ministry of Science, Culture, Sports, Education, Japanese

Government

Major Meeting Room, Sanjo-Kaikan, University of Tokyo

February 6 (Thursday), 2003

9:30
9:50

Registration desk opens.
Opening Keikichi Hirose (Project Head)

Session 1 Fundamentals (Chair: Zendo Uwano)

10:00 “Perception of parainguistic information in afor-
eign language”

Kikuo Maekawa  Nationa Ingitute for Japanese
Language

10:25 “What aspects of prosody can J-ToBl de-

scribe? - An evaluation of J-ToBI - ”
Shigeyoshi Kitazawa, Shinya Kiriyama, To-
shihiko 1to (Shizuoka University), Nick

Campbell (ATR)
10:50 “Asymmetric distribution of the two high vowels”

Yuko Z. Yoshida (Doshisha University)

Session 2 Invited Talks 1 (Chair: Hiroya Fujisaki)

11:15 “Therepresentation of function and form in pro-
sodic annotation: A multi-level approach”
Daniel Hirst (CNRS & Université de
Provence, France)

Lunch Break 12:15 13:30

Session 3 Invited Talks 2 (Chair: Y oshinori Sagisaka)
13:30 “Prosody models for conversationa speech recog-
nition”
Mari Ostendorf (University of Washington, U.S.A.)
(Chair: Keikichi Hirose)
“Prosody and automatic speech recognition -Why
not yet a success story and whereto go from here”
Elmar N6th (Universitaet Erlangen-Nuernberg,
Germany)

14:30

Coffee Break 15:30 16:00

Session 4 Technologies and Applications (Chair: Shigeki
Sagayama)

16:00 “Corpus-based generation of fundamental

frequency contours under the model-constraint

—Emotional speech synthesis-”

Keikichi Hirose, Nobuaki Minematsu and To-

shiya Katsura (University of Tokyo)

“The use of prosody for disambiguating Japa-

nese dependency structure”

Kazuyuki Takagi, Mamiko Okimoto, Y oshio

Ogawa, Kazuhiko Ozeki (University of

Electro-Communications)

“Conversation system using linguistic and parain-
guistic information”

Tetsunori Kobayashi, Y osuke Matsusaka (Waseda

16:25

16:50

University)
17:15 “Prosodic and segmenta evaluation of dysarthria”
Hiroki Mori, Yasunori Kobayashi, Hideki

Kasuya (Utsunomiya University), Hajime Hi-
rose, Noriko Kobayashi (Kitasato University)
17:40 Discussion
18:00 Closing
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